
If your telephone system does not contain an inexio 
profile, please use the following settings:

inexio Informationstechnologie und Telekommunikation GmbH | Am Saaraltarm 1 | 66740 Saarlouis
More information can be found on inexio.net or under phone number:  +49 6831 935-0

Further information:

Enable in firewall:

SIP-Settings (Class 5; User-/Password-Authenticated)
Username: Phone number in an international format (area code without 0 but with 49) 
point-to- multipoint: e.g. 06831-4711 = 4968314711, 
point-to-point: e.g. 06831-4711-0 = 49683147110 
Registrar/Domain: business.voip.inexio.net

Port: 5060 Transport-Protocol: UDP 
STUN-Server: not required
NAT: may be used
Encryption: none

The FROM-Header must contain the username (see above). 
The displayed number must be in the P- Preferred-Identity Header 
as it is to be displayed to the caller (e.g. 06831471110). 
The UDP NAT timeout of the firewall must be greater than 60 seconds. T
The Packetization Time (ptime) should be 20ms.

IPv4:
SIP: 37.157.47.128/28; 128.0.99.128/28 
RTP: 37.157.47.144/28; 128.0.99.144/28

IPv6:
SIP: 2a01:05c0:0006:0007::/64; 2a01:05c0:0006:0032::/64 
RTP: 2a01:05c0:0006:0031::/64; 2a01:05c0:0006:0033::/64

Supported Standards:

CLIPNoScreening: possible (via P-Preferred-Identity)

CFU (Call Forwarding Unconditional): yes

CFNR (Call Forwarding on No Reply): yes

CFB (Call Forwarding Busy): yes

CLIP/CLIR: yes

DDI: yes

Partial Rerouting/Call Deflection: yes

Advice of Charge: AOC-D

DTMF: Inband, RFC 2833, SIP INFO (recommended Inband and RFC 2833)

Faxes: no support of G4

Supported Codecs: G.711a, G722, CLEARMODE, T.38


